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Coded speech quality versus transmission rate
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Progress of speech and audio coding
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Block diagram representation of adaptive PCM
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Block diagram of predictive coding
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Block diagram of VQ
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Block diagram of multistage VQ
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Block diagram of Phono-code method
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Phono-code specifications

• Segment rate: 12 segments/s
• Phono-code: 10 bits
• Segment length: 5 bits
• Source signal: 4 bits
• Total bit rate: 228 bits/s



Procedure for determining optimum excitation in MPC
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Progress in transmission rate reduction
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Conceptual block diagram of the peripheral auditory system
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Shepard, 1983
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